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HFEIMALIESE (16in 160ut) EEfEER

Digital audio processor (16in 16out) Excellent

MLERIE MR EEEE (8in 8Bout) DanteFk

Network digital audio processor (8in 8out) Dante model

MLEEIE =S EEES (16in 160ut) Dantezk

Network digital audio processor (16in 16out) Dante model

36t =t ERS

3 in 6 out audio processor

BRAND BASED ON THEINTERNET THINKING, TO PROVIDE CUSTOMERS WITH SPECIAL MUSICAND
SOUND, INORDERTOBETTER SERVETHE MARKET DEMAND, ONLY CONTINUOUS INNOVATION OF

ENTERPRISES,CANALWAYSSTANDINTHETOPOFTHEINDUSTRY! AHBHE SRR

4 in 8 out audio processor
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[izEIRE (£850)

Feedback suppressor (fully automatic)

[iziEIRE (£8350)

Feedback suppressor (fully automatic)

dpilialE

Feedback suppressor

AT E R HIER

4 inch smart control panel

7 SRR ER

7 inch smart control panel

101 ERE=HER

10.1 inch smart control panel
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GUANGDONG TERPU SOUND INTELLIGENT TECHNOLOGY CO., LTD,,
FOUNDED IN 2021, IS A PROFESSIONAL AUDIO SIGNAL MODULE DESIGN
LEADER, MAINLY TO UNDERTAKE SINGLE PRODUCT OEM/ODM SOLUTION
SUPPLIERS, WE ALWAYS ADHERE TO RESEARCH AND DEVELOPMENT AS THE
FOUNDATION, TECHNOLOGY AS THE CORE, BASED ON OUR CORE AUDIO
ALGORITHMTOPROVIDECUSTOMERSWITHCONFERENCE,PUBLICSECURITY
LAW, EDUCATION, MILITARY, LARGE SCREEN AND OTHER APPLICATION
SCENARIOS OF NETWORK AUDIO OUTPUT, THE MAIN PRODUCTS INCLUDE
FEEDBACK SUPPRESSOR, DIGITALAUDIO PROCESSOR, DIGITALINTEGRATED
POWER AMPLIFIER, DIGITAL CONFERENCE HOST AND MICROPHONE AND
OTHER SINGLE PRODUCT SOLUTIONS AND PROVIDE PRODUCT MODULES
ANDOTHERPRODUCTS.
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TPCN | 55888 cu s OEM/ODMH

HFEMALERE (8in 8out)

Digital Audio Processor (8in 8out)

SC-0808D

Fﬁ#%’rimoduct characteristics

- SEEFEIER / KM, BE48VAIRHERKFX

- SEE PRI

- 12124bit/48kHZRH B R

- EiRIRTRIGES, B50dB,10dB,20dB,30dB,40dBS&ATS, EMMICHILINEEF

- USB2.0FSfiE O, SZRHEUARHIFIHEN

- BENRIFHERAFC, BEZRNMFEEAEBERNIZMRRIDG, PHREMHY

- BEEEHAGC, BEFVRFNHEEETFR, FZRAFEEHRT2EMHHWAXNE R
- EELNEREDUCKER, AIBYERRNERNTRERES, EREAS

- BRI IARYAOPRIERE, AISESERIPERIRE

- MBESEREHBEEAM, RREESXERAANE

- BIEREFEHRAEC, BREHRIASIN R E A

- SMSRIHHRALE, BIFPEQ. High-Shelf, Low-Shelf. LP, HPEIRENAFESHNHE
- BFHRIGREWER, B, BERARHEEHRE

- RIFSHERERN: DARMOSNERBNR NSRS

- S =Y, BITUDPEERS-232E1, #HISMatmes

- 8 balanced microphone/line inputs with 48V phantom power supply soft switch

- 8 balanced line outputs

- Provides outstanding sound quality of 24bit/48kHz

- Optimized front-end gain with 0dB,10dB,20dB,30dB,40dB multistage adjustment for MIC and
LINE levels

-USB2.0 audio port, supporting USB flash drive recording and playback

- Adaptive feedback eliminates AFC, high-speed floating-point digital algorithms provide feedback
suppression for each microphone, suppressing system whistling

- Automatic gain control (AGC) ensures that the output volume of the sound system is smooth and
does not affect the volume of the audience area due to the speaker's distance from the microphone

- DUCKER, a smart dodging device, can easily suppress background music signals through the
microphone to highlight human voices

- Instant response limiter for perfect protection of back-end equipment

- Gain sharing automatic mixing AM, easy to manage the output of multiple mics

- Adaptive Echo cancellation AEC quickly eliminates echoes generated in video conferences

- Avariety of parameter balancing types are available, including PEQ, High-Shelf, Low-Shelf, LP, HP,
which can be flexibly applied to more occasions

- Come with Chinese operation WEB, intuitive, graphical software control interface

- Flexible and diverse control methods: Ethernet port easily connects to computers and other
network devices

- An open third-party control protocol for managing and controlling audio processors over UDP or
RS-232

i*%%ﬁkchnical parameter

- f2hE: FUIRS0A

-BNBEINRE: BIERK. FSRERE. VRS EHESE. 10RSBINHEBPEQ. High-Shelf,
Low- Shelf, LP, HPZEIEI%

- MHEETIAE: 10/15/31RSB19%. TR, DM, SEBERKE. RIEE

- BIEREAEER (AEC) : EFEHERERK: 128ms/256ms/512msafik

- WEANCIESHRE: 18dB, MAX

- BERREER (AFC) @ MBIRH: 125/16R53%E, BEF, s, BESHLESN, SR

- REESREE: 48kHz

- BIANESHEIASSEE: >106dB, At (20Hz-20kHz@O0dBHE%)

- £)f&itE8: DC 48+6V,10mA

- EINEEAEIDS): 260dBu@ +20dBu,60Hz

- BEREE: <-105dB@+20dBu, 1KHz

- SRR 20Hz ~ 20kHz (£0.5dB)

- ARE(A-1H1):-90dBu

- RIEIRAE(THD+N): <0.005%@1kHz, +4dBu

- BAWIANEE: 40dB

- BB 2KQ balance

- EtHBEH: 200Q balance

- BRAEIHEBF: 20dBu

- T{EEBE: 110~220VAC+10%, 50~60Hz

- IR 35W

-RY (BxiFxm) : #11482.8¥180%44 B fiImm

-E8: #H12.3kg

- Storage: 50 groups are preset

- Input channel function: pre-amplification, signal generator, expander, compressor, 10-segment
parameter equalization with PEQ, High-Shelf, Low-Shelf, LP, HP and other types of options

- Output channel functions: 10/15/31 parametric equalization, delay, frequency divider, high-low
pass filter, limiter

- Adaptive Echo cancellation (AEC) : Echo cancellation tail length: 128ms/256ms/512ms Optional

- Built-in ANC noise cancellation: 18dB, MAX

- Adaptive feedback elimination (AFC) : Suppress points: 12 points /16 points optional, with
manual, dynamic, fixed three processing methods, multiple modes optional

- Sampling frequency: 48kHz

- Input to output dynamic range: >106dB, A weight (20Hz-20kHz@0dB gain)

- Phantom power supply: DC 48+6V,10mA

- Input common-mode suppression: 260dBu@+20dBu,60Hz

- Channelisolation: < -105db@ +20dBu, 1KHz

- Frequency response: 20Hz ~ 20kHz (+0.5dB)

- Background noise (A- weight): -90DBU

- Total harmonic distortion (THD+N) : <0.005% @ 1kHz, +4dBu

- Maximum input gain: 40dB

- Input impedance: 2KQ balance

- Outputimpedance: 200Q balance

- Maximum output level: 20dBu

- Working voltage: 110~220VAC+10%, 50~60Hz

- Power: 35W

-Size (W x D x H) : bare machine 482.8*180*44 unit mm

- Weight: bare machine 2.3kg

TPCN | {FEAEEEE cw=m oEM/0D M &

HFEMALIESR (16in T60ut)

Digital Audio Processor (16in 160out)

SC-1616D

Fﬁ:q%’rimoduct characteristics

- 16EEFHUIER] / KESEAN, BHASVARMBIFR

- 16 R

- {214t24bit/48kHZA R H B R

- i iLRIRTRIGEs, B50dB,10dB,20dB,30dB,40dBSRiATS, EMMICHILINEEF

- USB2.0Z SO, STRHEURRHIFIHER

- BENRIFHERAFC, BEFRNHFELHERERNBHRBIDS, WHRFEHY

- BIBEERAGC, BIFSHAZNMHERTR, AZHAEFEEFHRTREMEMURXOERE
- BEEINEREDUCKER, TBYIERRNENSRERES, BEREAF

- BPRSIRIAOPRIERS, AISERIPERIRE

- MRS EREMESAM, BREESYERASHE

- BREREFHRAEC, RIEHRIBARIN Rr-ERES

- STSEYHABTIE, BIEPEQ. High-Shelf. Low-Shelf, LP, HPAIRENATFESHIHE
- BFHRIGRMEWER, B, BRARMEEHRE

- RIESHMERAN: DAMOSNERBNR NSRS

- FMEE = EGIMY, BISUDPEERS-232E, #4ISMaIRes

- 16 balanced microphone/line input with 48V phantom power supply soft switch

- 16 balanced line output

- Provides outstanding sound quality of 24bit/48kHz

- Optimized front-end gain with 0dB,10dB,20dB,30dB,40dB multistage adjustment for MIC and
LINE levels

- USB2.0 audio port, supporting USB flash drive recording and playback

- Adaptive feedback eliminates AFC, high-speed floating-point digital algorithms provide feedback
suppression for each microphone, suppressing system whistling

- Automatic gain control (AGC) ensures that the output volume of the sound system is smooth and
does not affect the volume of the audience area due to the speaker’s distance from the microphone

- DUCKER, a smart dodging device, can easily suppress background music signals through the
microphone to highlight human voices

- Instant response limiter for perfect protection of back-end equipment

- Gain sharing automatic mixing AM, easy to manage the output of multiple mics

- Adaptive Echo cancellation AEC quickly eliminates echoes generated in video conferences

- Avariety of parameter balancing types are available, including PEQ, High-Shelf, Low-Shelf, LP, HP,
which can be flexibly applied to more occasions

- Come with Chinese operation WEB, intuitive, graphical software control interface

- Flexible and diverse control methods: Ethernet port easily connects to computers and other
network devices

- An open third-party control protocol for managing and controlling audio processors over UDP or
RS-232

*ﬁ*%%ﬁechnical parameter

- 7hE: FURS0A

-ANEBEINRE: BIERK. ESREE. VRS, EHEE. 10RSBIWEHEBPEQ. High-Shelf,
Low- Shelf, LP. HPZKAIETE

- MHIEETIAE: 10/15/31RS B9, TR, DM, SEBERKE. RIESR
- BEREEER (AEC) @ EIFEHERER: 128ms/256ms/512msalik

- WEANCIZFEERRE: 18dB, MAX

- BERREER (AFC) : MBISH: 125/16RT3%E, BEF, s, BESHLESN, SR
- REFIREE: 48kHz

- BNEEHANASERE: >106dB, AitfY (20Hz-20kHz@O0dBig#)

- £)f&{tE8: DC 48+6V,10mA

- BNEEIDE . >60dBu@+20dBu,60Hz

- BEREE: <-105dB@+20dBu, 1KHz

- $REIARE: 20Hz ~ 20kHz (£0.5dB)

- FRIE(A-1HR):-90dBu

- RSB (THD+N): <0.005%@1kHz, +4dBu

- BAWAIGE: 40dB

- EABEHT: 2KQ balance

- HHEH: 200Q balance

- RAREIHEBF: 20dBu

- TYEEBE: 110~220VAC+10%, 50~60Hz

- IhER: 35W

-RY (BxiEx@) : #11482.8*180*44 Bfimm

SEE: #H12.3kg

- Storage: 50 groups are preset

- Input channel function: pre-amplification, signal generator, expander, compressor, 10-segment
parameter equalization with PEQ, High-Shelf, Low-Shelf, LP, HP and other types of options

- Output channel functions: 10/15/31 parametric equalization, delay, frequency divider, high-low
pass filter, limiter

- Adaptive Echo cancellation (AEC) : Echo cancellation tail length: 128ms/256ms/512ms Optional

- Built-in ANC noise cancellation: 18dB, MAX

- Adaptive feedback elimination (AFC) : Suppress points: 12 points /16 points optional, with
manual, dynamic, fixed three processing methods, multiple modes optional

- Sampling frequency: 48kHz

- Input to output dynamic range: >106dB, A weight (20Hz-20kHz@0dB gain)

- Phantom power supply: DC 48+6V,10mA

- Input common-mode suppression: 260dBu@+20dBu,60Hz

- Channelisolation: < -105db@ +20dBu, 1KHz

- Frequency response: 20Hz ~ 20kHz (+0.5dB)

- Background noise (A- weight): -90DBU

- Total harmonic distortion (THD+N) : <0.005% @ 1kHz, +4dBu

- Maximum input gain: 40dB

- Input impedance: 2KQ balance

- Outputimpedance: 200Q balance

- Maximum output level: 20dBu

- Working voltage: 110~220VAC+10%, 50~60Hz

- Power: 35W

-Size (W x D x H) : bare machine 482.8*180*44 unit mm

- Weight: bare machine 2.3kg
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TRPCN | FREREEE S W EM OEM/ODMEI &

HFEmAbIESS (8in 8out) HEkER

Digital audio processor (8in 8out) Excellent

SC-0808DZ

- S TE T B

Fﬁ#%’rimoduct characteristics

- BFRRFNWEBRE, SIFHRICICMRBRRE, RERIFERE

-FENSMAETR, OFEYHE. FEENESRES, RHUEUNSINAERD
SRAHIMBERGESD, SFARER, BRRENREET

- RIEVAANBHEBEMEIEET, BNARNSMLETR

- XS EE T EL R R AR T AN ERERAMBARFORERE, ERTEMIVAEL.
REMWMASENA. CRHTJFNBNRHERBENRANGESHEDE, BRSMESHRREN
B 3:

- User-friendly WEB interface, support scene memory and quick Settings, improve operation
efficiency

- Awide range of audio processing tools, including equalizers, compressors and signal generators,
provide professional audio tuning capabilities

- Strong network connection capability, support redundancy mode, ensure the stable operation of
the system

- Flexible input/output configuration and gain adjustment to suit different audio processing needs

- This 8-channel professional audio processor combines advanced audio processing technology
with a user-friendly interface for a variety of live, studio and broadcast applications. It provides
flexible input/output configurations and powerful signal processing capabilities to ensure high
quality and reliability of audio signals

; e e e
BAARRBEAARE AARRARAEA A BARRARASRELSE AEES [LEE]

i*%%ﬁkchnical parameter

- BEHE: SEWMATISKET

- WINBBESET : R4t0dBuZE-40dBuURgISE A TIET

- Qe XIFABVIR R

- AN XHFEMIETEEE

- BRARBABF: 20dBu

- WEEO: EE&2410M/100M/1000M RI450, THREBERFITRER

- UAC: 2i#f2HHUAC

- EBMEEO: 11100M RJ450

- EiEO . —BERS-232iEH0

- B3RO AC100V ~ 240V, 50Hz/60Hz

- GPIO#O: 8NNGPIOEN, AIEE NSRS

- USBEEO: —/NType AKERE, BT RIBINGE

- WEBRE: ZIFS0MARIRE, SEMABERET. ISUBRE. RIA. 5. SEETHETESR
-EERER: REEXR. ARE. HAREESHURIES

-YREs. MR, B

- ESRAMIEINAE: BIEY RS, E4ERE. EIEENSENER, H0RIERT, Sffpeaking,
BiE (HP) . K@ (LP) . BB (H-shelf) . {K@% (L-shelf) &&=

- Number of channels: 8 inputs and 8 outputs

- Input gain adjustment: Provides gain adjustment options from 0dBu to -40dBu

- Phantom power supply: Support 48V phantom power supply

- Compatibility: Support balanced and unbalanced connection

- Maximum input level: 20dBu

- Network port: Equipped with two 10M/100M/1000M RJ45 ports, supporting switching mode and
redundancy mode

- UAC: 2inand 2 out of UAC

- Main control network interface: 1 100M RJ45 port

- Control interface: one RS-232 control interface

- Power interface: AC100V ~ 240V, 50Hz/60Hz

- GPl1O interface: Eight GPIO interfaces, which can be configured as input or output

- USB interface: A Type A socket for recording and playback functions

- WEB interface: Supports 50 scene Settings, including input gain adjustment, phantom power
supply setting, inverting, mute, volume adjustment and level display

- Signal generator: Provide sine wave, white noise, pink noise and other test signals

- Expander, compressor, automatic gain

- Audio processing function: including expander, compressor, automatic gain and parametric
equalizer, supporting 10-stage balance adjustment, including peaking, High-pass (HP), low-pass
(LP), high-pass (H-shelf), low-pass (L-shelf) and other modes

TFRPCN | YRS ENEE sS4 OEM/ODMEIET

HFEIMALIESS (16in 160ut) EHEFK

Digital audio processor (16in 16out) Excellent

SC-1616DZ

= o~ ) T (I I N

Fﬁ:q%’rimoduct characteristics

- BFPRFNWEBRE, FHRICICMRERE, REBRIFRE

-FENSMLETE, BFYEE. FRENESRESR, RESUNSNARED

- RAKIMIEREES, SFARER, BREAGNREET

- RIFVWANBHEEMEEET, BRARNSHRLERTR

- X 6BET U EMGERES T SHNEMCERATAARIFORERE, ERTEMHIAHEDL.
REWSENAE. SRHT JFOBANRHEBEIEANGESHEDE, RESMESHBREN
B 3:4

- User-friendly WEB interface, support scene memory and quick setting, improve operation
efficiency

- Rich audio processing tools, including equalizer, compressor and signal generator, provide
professional audio adjustment capabilities

- Strong network connection capability, support redundancy mode, ensure the stable operation of
the system

- Flexible input/output configuration and gain adjustment to adapt to different audio processing
needs

- This 16-channel professional audio processor combines advanced audio processing technology
with a user-friendly interface for a variety of live, studio and broadcast applications. It provides
flexible input/output configurations and powerful signal processing capabilities to ensure high
quality and reliability of audio signals

*ﬁ*%%ﬁechnical parameter

- EIEHR: 16REMAFN 6ERI

- EINBEESET . R4t0dBuZE-40dBufgIS A TIETR

- QR TH48VAIRYLER

- REM: FTEMIETEIERE

- ABABFE: 20dBu

- gD EE&2410M/100M/1000M RI450, THREBERFITRER

- UAC: 2i#f2tHUAC

- EEMEEO: 11M00M RJ450

- O —EERS-2324245E00

- EiEEO: AC100V ~ 240V, 50Hz/60Hz

- GPIOEO: 84°GPIOEN, TRENMASMH

- USBEEO: —A\Type AfGRE, BT RIBINEE

- WEBRE: XIS0MERIRE, BEMABEET. DRHBRE. KA. #5. SEATNBRTEER
- EERER: RUEZR. ABRE. BABRFSSHIRES

-V EEE. E4ERR. B

- EIMAIERINAE: BIEY RS, E4ARE. BNmMSEERE, SUFI0RIEEFT, BiFpeaking,
BiE (HP) . i (LP) . BiBZE (H-shelf) . {K@ZR (L-shelf) FiR{

- Number of channels: 16 input and 16 output channels

- Input gain adjustment: Provides gain adjustment options from 0dBu to -40dBu

- Phantom power supply: Support 48V phantom power supply

- Compatibility: Support balanced and unbalanced connection

- Maximum input level: 20dBu

- Network port: Equipped with two 10M/100M/1000M RJ45 ports, supporting switching mode and
redundancy mode

-UAC: 2in and 2 out of UAC

- Main control network interface: 1 100M RJ45 port

- Control interface: one RS-232 control interface

- Power interface: AC100V ~ 240V, 50Hz/60Hz

- GPl1O interface: Eight GPIO interfaces, which can be configured as input or output

- USB interface: A Type A socket for recording and playback functions

- WEB interface: Supports 50 scene Settings, including input gain adjustment, phantom power supply
setting, inverting, mute, volume adjustment and level display

- Signal generator: Provide sine wave, white noise, pink noise and other test signals

- Expander, compressor, automatic gain

- Audio processing function: including expander, compressor, automatic gain and parametric equalizer,
supporting 10-stage balance adjustment, including peaking, High-pass (HP), low-pass (LP), high-pass
(H-shelf), low-pass (L-shelf) and other modes
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TPCN | (AR cw=m OEM/ODMI & TPCN | {FiEAEEEE cw=im OEM/ODMI &

L& B F N TEES (8in 8out) Dantek L& BIE = E ok IEES (16in 160ut) Dantezk

Network digital audio processor (8in 8out) Dante model Network digital audio processor (16in 16out) Dante model

SC-0808DW SC-1616DW

—_ S sl —_ S s,

}""ﬁ#%'riProduct characteristics iﬁ%éﬁkchnical parameter }"‘ﬁ#%'riProduct characteristics Tﬁj(%%ﬁechnical parameter

- BFRRFNWEBRE, SIFHRICICMRBRRE, RERIFERE - EEEE: SEEMATISEM - BFRRIFNWEBRE, FHRICICMRRIRE, RERIFRE - EEHER: 16E AT 6ER

-FENSMAETR, OFEYHE. FEENESRES, RHUEUNSINAERD - EANEEET  124{0dBuZE-40dBUN S RILHIF T -FENSMNETR, OFEYHSE. FESENESRES, RHEUNSNAELED - BNIEEET 1RH0dBUZE-40dBUS RILEHIATS

- SBAHIDANTEREEZMEMALN, RURETRNSBESIR - R STHE4BVAIRHE - EAHIDANTERSEEMEHAEN, RUFRETRNSBESIR - R STHH48VAIRHR

- RIFVAANBHEBMEIEET, BNARNSMLERTX - REN: HFPENEFEERSR - RENWNBHEBMEIEET, BENARNSRGEREK - REM: IRFTPENEFEERSR

- XS EE T W HFERLIEE R HHENRBMLEFTRMZT, EELENEANGHEDMLH - RAMAEBF: 20dBu - XReBETUHFEMEERZ2HHERNFTMLRERKMZT, EELENBNRHENMEH - RABMAEF: 20dBu
HESAIEINAE. EXFSDANTERESMER, REIENEBSIAEANSIMIRMES, ER - DANTESZ#: 163#16%HBroadway DanteI4& & &4 KOS SAIEIIAE. BISDANTENSEMER, REIENEBETFRAN SRS, ERT - DANTESZ#: 16#16¢HBroadway Dante4& E5fEH
FIHEH. REW. E. SWNHEESHLRBER - MgEO: BE&2110M/100M/1000M RJ450, TERBEAMARER Mg, REW. B SWNHESSHUARSR - MgED: BE&2110M/100M/1000M RJ4A50, THZGEATARER

- UAC: 22 HUSBEMIEN - UAC: 2i#2iUSBEMIEN

- User-friendly WEB interface, support scene memory and quick setting, improve operation efficiency - EEREEA: 11100M RJ450 - User-friendly WEB interface, support scene memory and quick setting, improve operation efficiency - EEREEA: 11M100M RJ450

- Rich audio processing tools, including equalizer, compressor and signal generator, provide - RO —BERS-232426E0 - Rich audio processing tools, including equalizer, compressor and signal generator, provide - RO —BERS-232424E0
professional audio adjustment capabilities - EBiR#EEN: ACT100V ~ 240V, 50Hz/60Hz professional audio adjustment capabilities - EiR#EN: ACT00V ~ 240V, 50Hz/60Hz

- Powerful DANTE network audio transmission capability, providing stable and reliable multi-channel - GPIOEE: 84°GPIORM, mIECENMALEE - Powerful DANTE network audio transmission capability, providing stable and reliable multi-channel - GPIOEE: 84°GPIOEM, RIEEAMASLEH
audiostreaming - USBiEO: —/Nype AKEEE, FITRIBINGE audio - USBiEO: —/\Type AIEEE, FIFRIBINEE

- Flexible input/output configuration and gain adjustment to adapt to different audio processing - WEBRE: ZIFS0MZRIRE, SEBAERAT. JSMBEIRE. RiE. #5. SERDPNELER. streaming - WEBRE: ZIFS0MFEIRE, SEMANDEY. ISHBISE. KiE. %5, SEAPNEEER.
needs -(EER4ER BUHIEXE. OESE. BABREESHIXES - Flexible input/output configuration and gain adjustment to adapt to different audio processing - (EEA4 BETEZE. QRE. HABEZESHIIKEE

- This 8-channel professional digital audio processor is designed to meet the needs of modern audio - EMGNELIAS: SIEV RS, RN, CMESMSENES, T 0RLERT, Sifpeaking, needs EEIAS: SIEV RS, EAR. SMEmMSENEE, 25 0RBEET, Sifpeaking.
engineering with comprehensive input and output capabilities and advanced signal processing. It BB (HP) . {K& (LP) . Bi@22 (H-shelf) . {Ei#@22 (L-shelf) & - This 16-channel professional digital audio processor is designed to meet the needs of modern audio SiE (HP) . (i@ (LP) . Bi®2%8 (H-shelf) . {Ei@2% (L-shelf) &&=t
supports DANTE network audio transmission, provides flexible configuration options and powerful engineering with comprehensive input and output capabilities and advanced signal processing. It
audio processing capabilities for a variety of applications such as live performances, recording supports DANTE network audio transmission, provides flexible configuration options and powerful

- Number of channels: 8 inputs and 8 outputs - Number of channels: 16 inputs and 16 outputs

studios, broadcast, conferences and education X X ) X X . audio processing capabilities for a variety of applications such as live performances, recording X . X X . .
- Input gain adjustment: Provides multi-level gain adjustment from 0dBu to -40dBu studios, broadcast, conferences and education - Input gain adjustment: Provides multi-level gain adjustment from 0dBu to -40dBu

- Phantom power supply: Support 48V phantom power supply - Phantom power supply: Support 48V phantom power supply

- Compatibility: Support balanced and unbalanced connection modes - Compatibility: Support balanced and unbalanced connection modes

- Maximum input level: 20dBu - Maximum input level: 20dBu

- DANTE support: 16 in and 16 out Broadway Dante network audio transmission - DANTE support: 16 in and 16 out Broadway Dante network audio transmission

- Network interface: Equipped with two 10M/100M/1000M RJ45 ports, supporting switching mode and - Network interface: Equipped with two 10M/100M/1000M RJ45 ports, supporting switching mode and
redundancy mode redundancy mode

-UAC: 2inand 2 out USB audio ports -UAC: 2inand 2 out USB audio ports

- Main control network interface: 1 100M RJ45 port - Main control network interface: 1 100M RJ45 port

- Control interface: one RS-232 control interface - Controlinterface: one RS-232 control interface

- Power interface: AC100V ~ 240V, 50Hz/60Hz - Power interface: AC100V ~ 240V, 50Hz/60Hz

- GPI1O interface: Eight GPIO interfaces, which can be configured as input or output - GPIO interface: Eight GPIO interfaces, which can be configured as input or output

- USB interface: A Type A socket for recording and playback functions - USB interface: A Type A socket for recording and playback functions

- WEB interface: Supports 50 scene Settings, including input gain adjustment, phantom power supply setting, - WEB interface: Supports 50 scene Settings, including input gain adjustment, phantom power supply setting,
inverting, mute, volume adjustment and level display. inverting, mute, volume adjustment and level display.

- Signal generator: Provide sine wave, white noise, pink noise and other test signals - Signal generator: Provide sine wave, white noise, pink noise and other test signals

- Audio processing function: including expander, compressor, automatic gain and parametric equalizer, - Audio processing function: including expander, compressor, automatic gain and parametric equalizer,
supporting 10-stage balance adjustment, including peaking, High-pass (HP), low-pass (LP), high-pass supporting 10-stage balance adjustment, including peaking, High-pass (HP), low-pass (LP), high-pass
(H-shelf), low-pass (L-shelf) and other modes (H-shelf), low-pass (L-shelf) and other modes

07
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3in 6 outaudio processor 4in 8 out audio processor (with FIR, dynamic EQ)

E-D360A E-D480A
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}""ﬁ#%'riProduct characteristics %’;‘z‘ﬁTechnical parameter }"‘ﬁ#%'riProduct characteristics Tﬁj(%%ﬁechnical parameter
- 96KHz RHEIIZ, 32-bit DSP 4bHEER, 32-bit A/D K D/A #ifk, SREABERMRIE; - B PEQ BIEE 15 RS BIYMES 185 -12dB-+12dB, ##E/ 0.1dB EQ 28 PEQ. - 96KHz RH4MER, 32-bit DSP 4hIEEE, 32-bit A/D } D/A %, SREERAIE; - WA PEQ BIEIE 15 RS EIYMES 1855 -12dB-+12dB, #8649 0.1dB EQ & PEQ.
- RHBEPERMACHE FEML; Low shelf, High shelf {£i%; - RAUER T A NS @ Low shelf, High shelf {£i;
- BEEMASIHEE/MS/RM/AER/RE) 2RISR (PEQ) , TSREEMINAMES - BINIRRIT: [JPR-90dB- -20dB, fEENEYE 3000MS #E5LETE) 3000MS; - BERMASHE /B E/RMATR/E5) SRI9EE (PEQ) , SUFREEHIAEMES TR -BINIRFEI]: IPR-90dB- -20dB, F5AJiE) 3000MS, BEHAE] 3000MS;
TR, EEER. KRG, BKSTEE; - B IEELEE . WEET. KRG BRTIEE; - BHIEIETNAE
- BRI EE /AR /R AE R/ S VS IS8 (PEQ) /ERR, BZIA13MIRIREE R AT LA, - AHSE: S BERPRSSR; - I A /A B /AR E/AER/ S S BI96EE (PEQ) /EIR, BEIA13MIRIRERAATLIEE, Mt SNBSS S BEERYBRHSR;
BN IMRN R R A ER-TF)/ R/ BRXR, - MNEREEH): SMHHBETRRERTRNHAEE, BIISEABENERES; B9 SISIR BT 2 BRI R- T/ I E/R/ BRI - WNEEREEH): SMHEETRREETRNMAEE, BTISERANBENERES,;
- BREAANYEISRPEQYEEE, WH15RPEQYESRE, BIRBIRIKS, -imHER: ATEE: -80dB -+12dB. £iE40.1d8; - BIRIAIDBISRPEQIEEE, HH1SRPEQIYERE, BIRBIRIKRES, - @SR ATEE: -80dB -+12dB, #5749 0.1d8;
- BRGNBBEEIE300MS, SHHHIEEERE500MS; - EHIERT: SNEABEERIRIER S, J§TEE 0-300ms, F£E/ 0.1ms; - BERMABETHNTFE300MS, SiEHHBETERTES00MS; - EHIERT: SNEABEERRRERIEE, JHTEE 0-300ms, $E67 0.1ms;
- XFFRESGRFR AR, - @A @8 (0) siRAE (180); - IR PESRFR AR, - @HEG: @48 (0) skRAE (180);
- IRBUSB. RS48SHITCP/IPELARLESHEHGN, IHSENBEMBE, TRIER. - DIRFIRE: SMIHEBEETRIRRBREIRRE (LPF) MSIEKEE (HPF), H3SA% 20~20KHz; -1RABUSB. RS48SHITCP/IPELTLESMEHAN, IIHSENBENGE, TREE. - DIRRRIRE: BMHBETRIRRBRIEBIZIKE (LPF) MEIRIKEE (HPF), SR 20~20KHZ;
- 3RFIE . FLAT THRU,12dB,24dB,36dB,48dB, 55258 Butterworth | Bessel, Linkwitz-Riley; - RFIE: FLAT THRU,12dB,24dB,36dB,48dB, 53252 Butterworth | Bessel, Linkwitz-Riley;
- 96KHz sampling frequency, 32-bit DSP processor, 32-bit A/D and D/A conversion, high quality - FERERIRE: IR 1ms~500ms. $iE Tms BAASE: 50-3000ms ; - 96KHz sampling frequency, 32-bit DSP processor, 32-bit A/D and D/A conversion, high quality sound - ERERRE: AIRIE): Tms~500ms, FEE Tms BHASE: 50-3000ms ;
sound quality assurance; - B9 B PEQ BIEE 15 RS BIVMEEE 1855 -12dB-+12dB, £E/ 0.1dB EQ 3£ PEQ, quality assurance; - B9 B PEQ BIBIE 15 RS BIVMEEE 1855 -12dB-+12dB, £5/ 0.1dB EQ 3 PEQ,
- Provide 3 balanced inputs and 6 balanced outputs; Low shelf. High shelf {Ei. - Provide 4 balanced inputs and 8 balanced outputs; Low shelf, High shelf {fi%.
- eachinput support gain/mute/polarity/delay/noise gate/parametric equalizer (PEQ), support - each input support gain/mute/polarity/delay/noise gate/parametric equalizer (PEQ), support mixing
mixing matrix to achieve superposition signal redundancy switching, channel copy, paste, joint - Input/output channel: 3X6; matrix to achieve superposition signal redundancy switching, channel copy, paste, joint control - Input/output channel: 4X8;
control functions; - Input impedance balance: 20K; functions; - Input impedance balance: 20K;
- output gain/mute/polarity/delay/frequency division/parametric equalizer (PEQ)/voltage limit, - Outputimpedance balance: 100Q; - output gain/mute/polarity/delay/frequency division/parametric equalizer (PEQ)/voltage limit, there - Outputimpedance balance: 100Q;
there are up to 13 filter types to choose from, the output frequency division filter has the classic - PCinterface: 1 USB interface, 1 RS485 interface on the rear board (RJ-45 seat); are up to 13 filter types to choose from, the output frequency division filter has the classic - PCinterface: 1 USB interface, 1 RS485 interface on the rear board (RJ-45 seat);
Linquez-Rayleigh/Bessel/Buttervotz; - Total analog ratio: >70dB(1KHz); Linquez-Rayleigh/Bessel/Buttervotz; - Total analog ratio: >70dB(1KHz);
- each input has 15 PEQ equalizer, output 15 PEQ equalizer, high-low pass filter; - Input range: <+25dBu; - each input has 15 PEQ equalizer, output 15 PEQ equalizer, high-low pass filter; - Input range: <+25dBu;
- each input channel delay can be adjusted 300MS, each output channel delay can be adjusted - Frequency response: 20Hz-20KHz(-0.5dB); - each input channel delay can be adjusted 300MS, each output channel delay can be adjusted 500MS; - Frequency response: 20Hz-20KHz(-0.5dB);
500MS; - Signal to noise ratio (A weight) : >110dB A weight; - support English and Chinese operation interface switching; - Signal to noise ratio (A weight) : >110dB A weight;

- Distortion: <0.01% OUTPUT=0dBu/1KHz;
- channel separation: >100dB(1KHz);

- Distortion: <0.01% OUTPUT=0dBu/1KHz;
- channel separation: >100dB(1KHz);

- support English and Chinese operation interface switching; - equipped with USB, RS485 and TCP/IP wired wireless and other control methods, support

- equipped with USB, RS485 and TCP/IP wired wireless and other control methods, support multi-machine networking, remote monitoring.

multi-machine networking, remote monitoring. - Input channel function: - Input channel function:
- Input mute: each channel set up a separate mute control; - Input mute: each channel set up a separate mute control;
- Input volume: range: -80dB-+12dB, step: 0.1dB; - Input volume: range: -80dB-+12dB, step: 0.1dB;
- Input delay: Each input channel has a separate delay control, the adjustment range is 0~100ms, the step - Input delay: Each input channel has a separate delay control, the adjustment range is 0~100ms, the step
N " is0.1ms; N " is0.1ms;
Tﬁjﬁ%iﬂﬁechnical parameter - Input phase: in-phase (0) or anti-phase (180); }ij(%ﬁﬂﬁechnical parameter - Input phase: in-phase (0) or anti-phase (180);
- Input equalization: Input PEQ Each channel has 15 segments. The input PEQ gain is -12dB-+12dB, and - Input equalization: Input PEQ Each channel has 15 segments. The input PEQ gain is -12dB-+12dB, and
the step is 0.1dB. EQ PEQ, Low shelf, and High shelf are optional. the step is 0.1dB. EQ PEQ, Low shelf, and High shelf are optional.
-WNBLIBE: 3X6; - Input noise threshold: -90dB- -20dB, start time 3000MS Release time 3000MS; -NRLIEE: 4X8; - Input noise gate: threshold -90dB- -20dB, start time 3000MS, release time 3000MS;
- BINBEH FE: 20K ; - Output channel functions: - BINBEH FE: 20K ; - Output channel functions:
- W PR & 100Q; - Output mute: each channel set up a separate mute control; - PR & 100Q; - Output mute: each channel set up a separate mute control;
-PCH#MO: 14 USB#EMO. 51k 14 RS485 0 (RJ-45FE) ; - Input selection (routing) : Each output channel can individually select a different input channel, or any -PCH#MO: 14 USB#EMO. 51k 14 RS485 0 (RJ-45FE) ; - Input selection (routing) : Each output channel can individually select a different input channel, or any
- HER4IE: >70dB(1KHZ) ; combination of input channels can be selected; - #HERISIE: >70dB(1KHz) ; combination of input channels can be selected;
CHAGEE: <+25dBu ; - Output volume: adjustable range: -80dB -+12dB, step is 0.1d8; CHINSBE: <+25dBu ; - Output volume: adjustable range: -80dB -+12dB, step is 0.1d8;

- Output delay: each input channel has a separate delay control, the adjustment range is 0-300ms, the - SR : 20HZz-20KHzZ(-0.5dB) ; - Output delay: each input channel has a separate delay control, the adjustment range is 0-300ms, the

stepis 0.1ms; stepis 0.1ms;

- SIREL(A TR >110dB A 4L
-5%kEE: <0.01% OUTPUT=0dBu/1KHz;

- JAFEMAL . 20HZz-20KHz(-0.5dB) ;
- (SIREL(A TR >110dB A 4L
-5%kEE: <0.01% OUTPUT=0dBu/1KHz;

- Output phase: in phase (0) or reverse phase (180);
- Frequency divider setting: each output channel can be separately set low-pass filter (LPF) and high filter

- Output phase: in phase (0) or reverse phase (180);
- Frequency divider setting: each output channel can be separately set low-pass filter (LPF) and high filter

- BESEE: >100dB(1KHz); (HPF), the frequency of 20~20KHz; - BESBE: >100dB(1KHz); (HPF), the frequency of 20~20KHz;

- ENBIETDRE: - minute frequency slope: FLAT THRU, 12 db, db, 36 db, db, 48 points frequency type Butterworth, Bessel, - MNIBETRE: - minute frequency slope: FLAT THRU, 12 db, db, 36 db, db, 48 points frequency type Butterworth, Bessel,
-EARE: 8MBERIPIRBER Linkwitz - Riley; -BARE: 8MBEERZEMESEES, Linkwitz - Riley;

-NER: SEE: -80dB-+12dB, #iE: 0.1dB; - Pressure limiter setting: starting time: Tms~500ms, step length: 1ms, release time: 50-3000ms; -NEE: J5E: -80dB-+12dB, $iE: 0.1dB; - Pressure limiter setting: starting time: Tms~500ms, step length: 1ms, release time: 50-3000ms;

S ENGERT: SNBSS RIEREE, JTEE 0~100ms, #8859 0.1ms; - Output equalization: Output PEQ 15 sections per channel Parametric equalizer Gain: -12dB-+12dB, step CENIERT . BN EEE S hERHEE), JET5EE 0~100ms, $EH 0.1ms; - Output equalization: Output PEQ 15 sections per channel Parametric equalizer Gain: -12dB-+12dB, step

-HAMBRL: BiE (0) sRHR (180) ; is 0.1dB EQ Type PEQ, Low shelf, High shelf Optional. _tAIBf: BE (0) SR (180) is 0.1dB EQ Type PEQ, Low shelf, High shelf Optional.



igihEIzE (£830)

Feedback suppressor (fully automatic)

NFP-001

F‘_E:ltr%'riProduct characteristics

- TR RERPER R

- FBEMSI R IRIMEIN R, 25N, 288, 3255 6.35mm JackSXLRED, FEHANEEH,;

- DENARESHREMBRENAMER : EE/ARSHER, FEERX. SRESWERN. B2
=;

- EEEIFT XS /S R

- EiR LED {TIE RN BERFRIZETIERS, BUMEBERINESSIHILHEN, FXNE
i

- ERBAT: SWE. STEET. ®=E. FEd.

- Support adaptive trapping and frequency shift;

- two channels independent feedback suppression processing, 2 input, 2 output, support 6.35mm
Jack and XLR interface, balanced input and output;

- Four modes optimized for different language scenarios: direct /Al transliteration mode, singing
mode, high-quality meeting mode, and classroom mode;

- with a grounding switch can be selected: low resistance grounding/high damping grounding;

- the panel LED light indicates the level of the input channel and the working status of the equipment,
through the two channels independent signal and overload real-time monitoring, no impact on the
switch;

- applicable places: meeting room, multi-function hall, classroom, performance.

- B84, SNR E3k:> 100dBA,

- RIS REE:2Vims;
- RE(SIREL: AN > 100dB;
- B EO: XLR;

- EINEHEEE: 2Vrms;

- EjE: 90-230VAC,

- SNR requirements :> 100dBA,

-analog input and output sensitivity :2Vrms;

- the system signal to noise ratio: A weighted > 100dB;
-audio input/output interface: XLR;

-input and output level: 2Vrms;

- Power supply: 90-230VAC.

igihEIzE (£2830)

Feedback suppressor (fully automatic)

NFP-002

—_—

In E:lq%'rimoduct characteristics

- REMDHRSZEELENEURMRRINRINEE, BEDSPRANESZHITIIE, SEAMAMHIEM,
BRIRF Al S EAEHE.

- FARITRIESE, ASEDRANED, 28FERHRD, EEXBOANRLERED, Alge
&,

- BBEAEFAVARBIR, AFRERHNARMEZ. SN EFRNRENEESNEEEIRRFR.

© ARRTFREIMNIZ O, BEEHIRTI48 VIR

o B, B EBFAA.

s AREEBFER, ARTUALTIFRESESBFRN

o AfR—REWHFRIFPHER BB/RIFETER, THEAX, @IMEERESER 30-100CMELE

o miR—RRERE, AEELERESNOREE, NIAZIHESNRNES

o iRETUNAE, BSR4 EESEIR.

o TRRERRMNERED

o RRERREHEREO

° BRBERAESETRANGT

° HRBLEMNESERA/NGT

° 2NTFTRRETRREEHHEF—BTR

- Feedback suppression system with automatic detection of ready-made whistling point function,
through the DSP system to filter the sound, high-speed and effective suppression of noise, effectively
improve the local sound pressure and clarity.

- The system design is flexible and changeable, with 4 universal input interfaces, 2 balanced output
interfaces, equipped with line input and output lotus interface, debugging is simple and convenient.

- Each channel has 48V phantom power supply, this product is mainly for modern teaching, conference,
court recording and teleconference call specialized research and development.

e 4 universal input interfaces, each with independent 48V power supply

® High, medium and low levels can be adjusted.

e The panel is equipped with level display, which can display the current working status and signal level
size

® Panel one-button professional digital feedback suppression module, direct/feedback mode can be
converted, no need to adjust, increase the microphone pickup distance 30-100CM or more

® One-click quick calibration of the panel restores the fidelity of the sound to a large extent, thus
effectively suppressing more reflective components

e Standard 1U chassis, high-grade brushed aluminum alloy panel.

e 1routeinput Lotus interface

e 1 route output Lotus interface

e The panel has the system signal volume adjustment

e Panel has line input signal volume adjustment

® 2-inch TFT color display, monitor output level at a glance

*ﬁ*%%ﬁechnical parameter

- B H: AC~220V, 50Hz

- HREIIER: 30W

- SRERIARL: 20Hz~20KHz

- R 32KHz

-THD:<0.1%@1KHz

S0REL: >90dB

- {ESERT: 11ms

- CMRR: >25dB (50Hz~20KHz)

- BN EERAATKQ, KEBEA10KQ,
- BREN10KQ, mREHAN10KQ

- R EEH220Q, LEREH1KQ,
- REMEIKQ, EEHEKQ

- Power supply mode: AC to 220V, 50Hz
- Power consumption: 30W

- Frequency response: 20Hz to 20KHz

- Sampling rate: 32KHz

-THD :<0.1%@1KHz

- SNR: >90dB

- Signal delay: 11ms

- CMRR: >25dB (50Hz~20KHz)

- Input impedance: Microphone input :47KQ, line input :10KQ,

- Musicinput :10KQ, remote input:10KQ
- Outputimpedance: Main output:220Q, line output :1KQ,
- Recording output :1KQ, remote output :1KQ
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Feedback suppressor

E-D220FX

Fﬁ#%’rimoduct characteristics

- BiRBEERIEH, HEFR

- WiBE B o IR ;

- WMRIIBIE, HiT48NIEIRES

- BEEANEIREE, BRRENTRES,

- RA326iFmDSP. 24{7AD/DA. 96KRHFME;
- BRIREE S PHEE1Hz, TIFM=20-20kHz;

- +10HZBIRIRE ;

- RESEBRMIERS], 1855, SRPEQ. E4EEE;
- RAEIRMUSBRRS- 485 MR FUN R hiZiRE.
- ERGBRT RNE. ST, H=E. B

- The panel has a total volume knob for easy debugging

- Dual channel automatic feedback suppression;

- Two independent channels, a total of 48 filters;

- 24 traps per channel, free to set dynamic and static;

- Using 32-bit floating point DSP, 24-bit AD/DA, 96K sampling frequency;

- Resolution accuracy of notch 1Hz, working frequency 20-20kHz;

- +10Hz frequency shift setting;

- The system provides noise gate, gain, 8-segment PEQ and compressor for each channel;

- The system provides USB and RS-485 interfaces to connect the upper computer and central control
device.

- Applicable places: conference room, multi-function hall, classroom, performance

i*%%ﬁkchnical parameter

- 32fiZADSP, 24{AD/DA. 96KRHEAR
- BRI/ : 20HZz-20kHz

-#IN: 2xXLR & 1/4 "TRS

- BNIBH: 40kQFEE, 20kQFRFE
- ALK FREA: 2Vrms

- 2xXLR & 1/4 “TRS

- WHEEH: 150Q

- RAEIHEBFE: 1.6Vrms

- {5I2EL: 108dB(AITHR)

- BUEIRALE: <0.014%

- HHASEE: 2110dB

- T{EBE: ~220V 50Hz

- R<: 482x44.5x265mm

- &t 2.1kg

- DSP: 32-bit floating point DSP, 24-bit AD/DA, 96K sampling frequency
- Frequency response: 20Hz-20kHz

-Input: 2 x XLR & 1/4 "TRS

- Input impedance: 40kQ balanced, 20kQ unbalanced
- Maximum line level input: 2Vrms

- Output: 2 x XLR & 1/4 "TRS

- Output impedance: 150Q

- Maximum output level: 1.6Vrms

- Signal to noise ratio: 108dB(A weight)

- Total harmonic distortion: <0.014%

- Dynamicrange: 2110dB

- Working voltage: ~220V 50Hz

- Size: 482x44.5x265mm

- Weight: 2.1kg

TPCN | IS EEE &M OEM/ODMEI
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4 inch smart control panel

E-D04

Fﬁqq%'rimod uct characteristics

- EBRIER, AT RRIERE;

- R REEREN . RETE
- IRBERA/NLARAA;
- R, HUREEEE, JS1EEE.

- smart wall panel, 4 inch touch screen;

- the software interface is simple and clear, easy to operate;

- adjustable volume and scene call;

- embedded wall, embedded table hidden installation, convenient and simple.

*ﬁ*%%ﬁechnical parameter

- (HEBEBE: 4.5V-30V;

- @O RS485;

- B 1200~115200bps;

- FE#END: SDF;

- BRERY: 4.0%57;

- BRERE: IPSRER

- ¥R 480*480;

- T{EBE: -20°C~70°C;

- FHESRE: -30°C~80°C;

-FRRY (K8 E) : 86mm*86mm*27.3mm,

- Supply voltage: 4.5V-30V;

- Communication interface: RS485;

- Communication baud rate: 1200~115200bps;

- Download interface: SD card;

- Display size: 4.0 inches;

- Display type: IPS LCD screen;

- Resolution: 480*480;

- Operating temperature: -20°C~70°C;

- Storage temperature: -30°C~80°C;

- Product size (L* W * H) : 86mm*86mm*27.3mm.
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7 inch smart control panel 10.1 inch smart control panel

E-DO7 E-D10
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f‘"ﬁfl:%:-'riProduct characteristics iﬁ%éﬁkchnical parameter }"‘ﬁ#%'riProduct characteristics Tﬁj(%%ﬁechnical parameter
- BN, TIRRR - ftEBEE: 4.5V-30V; - ERERER, 10. 1R - {HEBEE: 4.5V-30V;
- R REEREN. BIESE - @$EN: RS485/RS232; - MU REG RN, BESE; - @ifdEN: RS485/RS232;
- AATERXNNZRIEA. - B ER: 1200~115200bps; - TRPEEA/NMNIGEEA. - EREASE: 1200~115200bps;
- F##EEO: SDR. B0, UR; - F##EEO: SDR. #:0. URE;
- smartwall panel, 7 inch touch screen; - RRRRY: 7.0%9; - smartwall panel, 10.1 inch touch screen; -BRRERY: 10187
- the software interface is simple and clear, easy to operate; - BREREE: TFTRER, - the software interface is simple and clear, easy to operate; - BREREE: TFTR&ER;

- adjustable volume and scene call. - ¥R 1024*600; - adjustable volume and scene call. - R 1024%600;

- TFRE: -20°C~70°C; - TERE: -20°C~70°C;

- fFHEIRE: -30°C~80°C; - FHERE: -30°C~80°C;

-FRRY (KEE) 0 210.0mm*149.8mm*24.0mm, -FRRY (KEE) : 280.5mm*191.5mm*34.0mm,
- power supply voltage: 4.5V-30V; - Supply voltage: 4.5V-30V;

- communication interface: RS485/RS232; - Communication interface: RS485/RS232;

- communication baud rate: 1200~115200bps; - Communication baud rate: 1200~115200bps;

- download interface: SD card, serial port, U disk; - Download interface: SD card, serial port, U disk;
- display size: 7.0 inches; - Display size: 10.1 inches;

- display type: TFT LCD screen; - Display type: TFT LCD screen;

- resolution: 1024*600; - Resolution: 1024*600;

- working temperature: -20°C~70°C; - Operating temperature: -20°C~70°C;

- storage temperature: -30°C~80°C; - Storage temperature: -30°C~80°C;

- product size (length * width * height) : 210.0mm*149.8mm*24.0mm. - Product size (L* W * H):280.5mm*191.5mm*34.0mm.




